Internet

©
TV
Telefonie

Name | iWayTrunk

Disable I_J- v ' -

Type |Provider ¥

Transport |UDP v | Without registration [J

AOR G-Iauptnummer 7 @ j'_sip?..phone.iway.ch '

Local Hostname j

Local Port 15060 | Falls eingehende Anrufe fehlschlagen mit Port 5061 testen

Proxy w sip3.phone.iway.ch ‘

STUN Server ‘ J
~Authorization

Username  sIP Username

Password = sIP Passwort Retype  SIP Passwort

~Media Properties
General Coder Preference| G711A ¥ | Framesize [ms] |20 | Silence Compression (1] Exclusive @

Local Network Coder |GT11A v |Framesize [ms] 20 i Silence Compression [

Enable T.38 (1 |No DTMF Detection () |Enable PCM (1] |Media-Relay On v |, Videol)

SRTP Cipher AES128/32 v | SRTP Key Exchange | No encryption ¥ ||No ICE ¢ [No RTCP-MUX !

Record to (URL) '

-SIP Interop Tweaks -

Proposed Registration Interval [s]
Accept INVITE's from Anywhere o

Enforce Sending Complete ' (affects outgoing SIP calls only)
No Video 4] N
To Header when Sending INVITE Called Party v | (affects outgoing SIP calls only)

From Header when Sending INVITE | Fixed AOR v



